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Information Page

Executive Summary:

This document is a reference for configuring Panasonic SIP Trunking Service onto Panasonic
KX-NS/NSX series phone systems.

SIP trunk details such as account ID, authentication ID, password and DID number will be
provided to you by Panasonic.

Attention:

This document was created based on the results of test environment accounts.

Panasonic cannot guarantee SIP Trunk operation in all environments, however as a result of
completing this Inter-Operability Test Panasonic will provide technical support for any issues
experienced and assist as far as possible in providing a resolution.

Panasonic will not be held liable for any information provided in this document.

Information and Specifications in this document are subject to change without notice.

Document’s Purpose:

This technical document is intended for assisting Panasonic certified dealers technical staff in
programming the SIP gateway properties of the phone system.

This setup guide takes into consideration that an external router/firewall was used in this
setup. Security issues and network infrastructure may change based on real customer
services being implemented.

System Requirements:

Model Firmware version Activation Keys
KX-NS700/1000 6.0 or higher IP Trunk
KX-NSX1000/2000 3.0 or higher IP Trunk

Please note that the latest version of firmware is strongly recommended as it will contain all
the latest security patches and features available.

Security:
Please ensure that you download the “Panasonic PBX Security.zip” file from our extranet

(techlibrary.panasonic.ca). It contains documentation on how to prevent security concerns
and possible hacking of the system.



Network Diagram

Please refer to the diagram below showing basic setup using Panasonic SIP Trunks

Customer premises

Panasonic PBX
NS/NSX

PBX Phone 1

L
PBX Phone 2 =
Panasonic
SIP Phone
Panasonic
SIP Server

Panasonic
Windows Softphone

Note: Although programming is demonstrated in this document with an NS-series, the same results
are also available on the NSX-series with the identical program tables. Therefore it was not necessary
to demonstrate programming on both products.
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(1) Provisioning the SIP Trunk Gateway — Shelf Property

Select the [V-SIPGW16] card and put it out of service [OUS], then select [Shelf Property]

8 Login as INSTALLER

Sensonv] UE H @ <8

[ 1 Configuration

Slot

Select Shelf : Physical J Virtual ) Legacy-GW1 ) LegacyGW2 )

Refresh ) Close ) Summary ) Activation Key | IP Phone Registration)

System Property | Site Propsrty ] UM Card Property | UM Port Property |

1 Z.Portabls Station
=] 3. option
) 4.Clack Priarity
[J 5DSP Resources
7 2.5ystem
I 2.Group
(1 4 Extension
= 5.Opfional Device
[J &Festure
0 7.TRs
(1 8ARsS
(8 Private Network
7 10.CO & Incoming Call
3 11.Maintenance

¥4 UM Configurstion
s Reouter Configuration

Iy Network Senvice

V-5IPGW16 VIIPGW1G | V-IPEXT32 V-SIPEXT32 || VIPCS4

L3

Virtual 16-Channel VolP SIF Gateway Card
Total number of cards El

4




[Main] Tab

1. SIP Client Port Number:

@ Users

@ PBX Configuration

& 1.Configuration

= 1.Slot

M 2 Portable Station
=] 3.0ption
2 4.Clock Priority

(J 5.DSP Resources

rPPRPRRRE

-

Shelf Property - Virtual SIP Gateway

Main Timer NAT Traversal 1

SIP Client Port Number
SIP Called Party Number Check Ability
SIP Called Party Number Search Mode

Symmetric Response Routing Ability

NAT Traversal 2

2 System 100rel Ability
3.Group Ringback Tone to Outside Caller
grceson SIP QoS Ability
S5.Optional Device
SIP QoS-ToS Priority
6.Feature
71RS SIP QoS-ToS Type
CANS = *) Perform System Reset for changes to take effect.
e P us s s s N NSNS N NN NN AN SN EEEEEEEEEEEEEEEEEEEEEEEEEE v
IMPORTANT!

NAT Traversal 3

Enter SIP Port Number

NAT Traversal 4

1135060

: | Disable(Low->High)
| Mode1

;| Enable

: | Enable(Passive)

;| Disable

1 ToS

1|0

;| Normal

[ BT & AT ED B A

NAT Traversal 5

NAT Traversal 6

To secure the PBX from illegal attacks, please restrict the above port forwarding ports to only be
accessible from the Panasonic source IP address: 199.48.100.2

»



(2) Provisioning the SIP Trunk Gateway — Port Property

Select the [V-SIPGW16] card and put it out of service [OUS], then select [Port Property]

8 Login as INSTALLER

Sensonv] UE H @ <8

[ 1 Configuration

Slot

Select Shelf : Physical J Virtual ) Legacy-GW1 ) LegacyGW2 )

Refresh ) Close ) Summary ) Activation Key | IP Phone Registration)

System Property | Site Propsrty ] UM Card Property | UM Port Property |

1 Z.Portabls Station
=] 3. option
) 4.Clack Priarity
[J 5DSP Resources
7 2.5ystem
I 2.Group
(1 4 Extension
= 5.Opfional Device
[J &Festure
0 7.TRs
(1 8ARsS
(8 Private Network
7 10.CO & Incoming Call
3 11.Maintenance

¥4 UM Configurstion
s Reouter Configuration

Iy Network Senvice

V-5IPGW16 VIIPGW1G | V-IPEXT32 V-SIPEXT32 || VIPCS4

L3

Virtual 16-Channel VolP SIF Gateway Card
Total number of cards El

4




[Main] Tab

1 a. Channel Attribute: Basic Channel
b. Provider Name: Enter a name — reference only
c. SIP Server Name: Not Required
d. SIP Server IP Address: 199.48.100.2 — (Provided by Panasonic)
e. SIP Server port Number: 5060
e. SIP Server Domain: Not Required
f. Subscriber Number: Required — (This is where you can enter the Company’s Main
Pilot Number)
{ Losines INSTALLER Site 1: NS1000 ¥ J‘,ﬁ B o ._E[j
@ Users Port Property - Virtual SIP Gateway
s PEX Configuration Select Provider ) _ Add Provider ) _Trunk Adaptor )
e U Main Account Register NAT Option Calling Party Called Party Voice/FAX RTP/RTCP T.38 T.38 Option SP Supplementary Service Advanced
4 2 Portable Station SP Server SP Service
[E] 3.0ption Shelf o Cm Trunk :h-mel Provider Name SIP Server w.’ Subscriber B
p » e ttribute | (20 characters) (1oo 1P Address Port (1oo Number
@) 4.Clock Priority
(J 5.DSP Resources Y T F"
O 2:system 1 Virtual 1 1 SIP Provider Public Basic channel Panasonic 199.48.100.2 -
G 36roup 2 Virtual |1 2 ous TOVIdeT PUDNe 5 S060
{3 AR 3 Vimual 1 3 ous  SIPProvider Public  NotUsed 5060 1y
> CrtoualDavice 4 |Vitual 1 4 ous  SIPProvider Public  NotUsed 5060 A
& 6 Feolure 5 Vimual 1 5 ous  SIPProvider Public  NotUsed 5060 1y
G LS A Virtual 1 A Ale SIP Provider Public Nnt ised S0R0 N

[Account] Tab

1 User Name:

2 Authentication ID:

3 Authentication Password:

 —

& PBX Configuration

Enter the SIP Account (User Name) as supplied by Panasonic.
(Please note this is the User Name without the “@199.48.100.2”).
For example: SIP Account (User Name) = 1234000

Enter the Authentication ID as supplied by Panasonic.

(Please note this is the Authentication ID without the “@199.48.100.2”).
For example: Authentication ID = 1234*000

Enter the Authentication Password as supplied by Panasonic.
For example: Authentication Password= passwordABCD

Port Property - Virtual SIP Gateway

Select Provider ) _ Add Provider ) _Trunk Adaptor )

& 1.Configuration

4’_! 2.Portable Station
[ 3.0ption

Main Register NAT

AL Y
@) 4.Clock Priority 1 Virtual |1 1 ous
(J 5.DSP Resources 2 Virtual |1 2 ous
O 2.system 3 Virtual |1 3 ous
& 3.Group 4 Virtual 1 4 ous
@ 4.Extension 5 Virtual 1 5 ous
& 5.0ptional Device 5 Virtual |1 6 ous
O & Feature 7 Virtual 1 7 ous
G 7.7Rs ] Virtual |1 ] e

Option Calling Party Called Party Voice/FAX RTP/RTCP T.38 T.38 Option DsP Supplementary Service Advanced

User Name
R o o

I 12342000 12347000 passwordABCD I R




[Register] Tab

Register Ability: Enable

Register Interval: (Failover Timer) 120s
Un-Register Ability: Enable
Registrar Server Name: Not Required

Registrar Server IP Address: Not Required
Registrar Server Port Number: 5060

"0 Q0T

@ users Port Property - Virtual SIP Gateway
5 RS Cansotntion Select Provider ) Add Provider )
& 1.Configuration Main Account Register NAT Option Calling Party Called Party Voice/lFAX RTP/RTCP T.38 T.38 Option DsSP y Service s

& 2 Portable Station

Ba " Register Un-Register Registrar Server Registrar Registrar Server Registrar Register
: n Sending Ability when Name Server IP Address for Server Port | Resending
% 4 _Clock Priority Interval (s) portINS (100 characters) IP Address Failover Number Interval (s)
(J 5.DSP Resources - - - < - - - o
. (ALY I |[ALL v [[ALL v ALL v | ]
2.System
O 36 1 Virtual 1 1 ous I Enable 120 Enable 5060 300
.Group —
@ 4Extension 2 Virtual 1 2 ous Enable 3600 Enable 5060 300
@ 5.0ptional Device 3 Virtual 1 3 ous Enable 3600 Enable 5060 300
& 6. Feature 4 Virtual 1 4 ous Enable 3600 Enable 5060 300
G 7.TRS S Virtual 1 S ous Enable 3600 Enable 5060 300

[Calling Party] Tab (outgoing caller CLI)

1 a. Header Type: P-Preferred-ldentity Header
b. From Header — User Part: User Name
c. P-Preferred-ldentity Header — User Part: PBX-CLIP
d. Anonymous format in “From” header Display name and SIP-URI
e. P-Asserted-ldentity header Enable
@ users " Port Property - Virtual SIP Gateway
EPBXW“W’“"" Select Provider ] _ Add Provider )

& 1. i
CELETELT Main Account Register NAT Option Calling Party Called Party Voice/FAX RTP/RTCP T.38 T.38 Option DSP y Service Ad d

4 2 Portable Station

. P-
E] 3.0ption
4.Clock Priority From Hoador =  eseread ?
% . From Header - SIP.URI I & ity Header = Number Remove Additional Anonymous formatin
O 5.05P Resources ek User Part 3 Ll i Format Digit Dial "From" header
(100 characters) - User Part SIP-URI
© 2.system (100
(I 3.Group characters)
@ 4.Extension Av r ALL v | [ALL v |[ALL v J[ALL v JJALL v][AlL v [ALL v |[ALL
(J 5.0ptional Device - .
1 Virtual 1 1 ous I P-Preferred-ldentity Header User Name PBX-CLIP National 0 Display name and SIP-URI  Enable
(I &Feature —
@ 71RS 2 Virtual 1 2 ous From Header User Name User Name National 0 Display name and SIP-URI  Disable
o s.ARs 3 Virtual 1 3 ous From Header User Name User Name National 0 Display name and SIP-URI  Disable
. 4 Virtual 1 4 ous From Header User Name User Name National 0 Display name and SIP-URI  Disable
@ o.Private Network
Virtual 1 Fi Hi N N National L IP-URI i
1 10cos Incoming Call 5 irtual 5 ous rom Header User Name User Name ational 0 Display name and SIP-U Disable
A 6 Virtual 1 6 ous From Header User Name User Name National 0 Display name and SIP-URI  Disable
& 11.Maintenance
7 Virtual 1 7 ous From Header User Name User Name National 0 Display name and SIP-URI  Disable
Q UM Configuration
8 Virtual 1 8 ous From Header User Name User Name National 0 Display name and SIP-URI  Disable
g Network Service 9 \Virtual 1 9 ous From Header User Name User Name National 0 Display name and SIP-URI  Disable
10 Virtual 1 10 ous From Header User Name User Name National 0 Display name and SIP-URI  Disable
Aue e bicadas Leorhiane leoohione Mationor o Dicoleuoocie 20l IO LD Dicohie

oK ) Cancel )




[Supplementary Service] Tab

1 a. CLIP (Receive):
b. CLIR:
c. CNIP (Send):
d. CNIP (Receive):
e. Blind Transfer (REFER):
f. Attended Transfer (REFER):

P-Asserted-ldentity Header

No

Yes

Yes

Yes (for all channels) (use the “Copy” button)
No

@ Users
s PEBX Configuration

& 1.Configuration

@ 2 Portable Station
E 3.0ption

Port Property - Virtual SIP Gateway

Select Provider | Add Provider |

Main

Account

3 4 Clock Priority ALL ¥ |||

(J 5D5P Resources 1 Virual (1
O 2.5ystem 2 Mitual 1
3 3.Group 3 Vrtual 1
(7 4 Extension 4 Virtual 1
& 5.0ptional Device 5 viial 1
I B.Feature o Virtual 1
4 7TRs Tynuaaviriual i1
O saRs T

(=1 - |

1 9.Private Metwork

Register

1

L = T

NAT

ous
ous
ous
ous
ous
ous
ous

Option Calling Party Called Party Voice/FAX RTPIRTCP T.38 T.28 Option DsP Supplementary Service Advanced

cNip
H S E S S
[ J[ALL v AL v || aL v AL v AL v |[AL v AL v

| P-Asserted-ldentity Headsr Mo Yes fes s Mo |
P-Asserted-ldentity Header Mo Yes es Yes Mo
P-Aszserted-ldentity Header Mo ez es HEs Mo
P-Asserted-ldentity Headsr Mo es es Yes Mo
P-Aszserted-ldentity Header Mo s es JEs Mo
P-Asserted-ldentity Header s es Mo No Mo
P-Asserted-ldentity Header Yes s Mo No Mo

Page [ or1 - - EENEA

[SIP Option (bits)] Tab (for outbound caller ID)

Note: Please call Support to configure this setting.

1 Bit 9:

Enable

b Login as *Sales001*

@Um

Port Property - Virtual SIP Gateway

Add Provider ) _Trunk Adaptor )

SIP Option (bits)

»

s PBX Configuration Select Provider )

&1 Configuration _ Enable
=ise o
M 2 Portable Station « | Advanced
E] 3.0ption o

Shelf

b - | sheir |
@ 4.Clock Priority ALL o
(J 5.DSP Resources 1 Virtual

O 2.system 2 Virtual

@ 3.6roup 3 Virtual

@ 4.Extension 4 Virtual

& 5.0ptional Device 5 |Virual

O & Feature =

Site 1: NS1000 ¥ ﬁ B ‘

| Siot | Port | Connection | 0 | 4 | 2 | 3 | 45 6|7 |89 101 [12]43]44]45]16]17]19
ALL v

ol el e N =

ous
ous
ous
ous
ous

oo |ae] e

o|lo|a[aela
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 —
s PBX Configuration

& 1.Configuration
=ise
4 2 Portable Station
] 3.0ption
@) 4.Clock Priority
(J 5DSP Resources

@ 2.5ystem

© 3.Group

@ 4.Extension

(J 5.0ptional Device

O & Feature

@ 71Rs

6 Users

s PBX Configuration

( 1.Configuration

(J 2.system

I 3.Group

& 4.Extension

& 1.Wired Extension

® 2.FWD/DND
8 3 Speed Disl
<8 4 Flexible Button
% s.PF Button
[$ 6.NDSS Link Data - Send
% 7.CLIP ID Table

Outgoing Caller ID
Option 1: Company Name and Company Number

Al Port Property - Virtual SIP Gateway |

Select Provider ) _ Add Provider )

Main Account Register NAT Option Calling Party Called Party Voice/FAX RTP/RTCP T.38 T.38 Option DSP

Supplementary Service

me | SIP ServerName | SIP Server | SIP Server IP Address SIP Server S Sevice :
ws) | (100 characters) | IP Address for Failover Port Number = oom:mn) e
(AL v] T 1 | | I Il | TS
1 Vital 1 1 199.48.100.2 5060 4161234567
2 Vital 1 2 5060 9051234567
3 Vitual 1 3 5060 1
4 Vitual 1 4 5060 1
5  Vimual 15 5060 1

Advanced

Ensure that the “Subscriber Number” is populated under the Port Property of
the Virtual SIP GW card.

~ | Extension settings |
Copyto ) CLIP Generate )
«  Main | D pt No Answer Time | CLIP | UM | Option 1 Option2 = Option3 = Option4  Option5 Option6 = Option7
~ No. . fon
Number (20 characters)
I I

1 101 User 1 Disable
2 102 User2 Disable
3 103 User3 Disable
4 104 UserS Disable
S 105 UserS Disable
6 Extension Disable  Disable
7 Extension Disable __ Disable

Option 8

Ensure that “CQO” is selected for the CLIP of each Extension.

* For the NSX: USERS \ 2.ADVANCED EXTENSION SETTINGS \ EDIT (button) *

=

@O sers

s PBX Configuration

(O 1.Configuration

O 2.system

O 3.Group

& 4.Extension

(I 5.0ptional Device

(I & Feature

@ 7.1Rs

O 8aRs

(I g.Private Network

& 10.CO & Incoming Call
4@ 2.DIL Table & Port Settings
$ 3.001/DID Table

B | CO Line Settings

CO Name (20 characters) Trunk Group Number
AL v I A | (AL -

30 Virtual 1 1 V-SIPGW16 Company Name 1

31 Virtual 1 2 \V-SIPGW16 Company Name 1

32 Virtual 1 3 VTS, 1

3 Virtual 1 4 V-SIPGW16 1

34 Virtual 1 5 V-SIPGW16 1

35 Virtual 1 6 V-SIPGW16 1

36 Virtual 1 7 V-SIPGW16 1

37 Virtual 1 8 V-SIPGW16 1

38 Virtual 1 9 V-SIPGW16 1

39 Virtual 1 10 V-SIPGW16 1

40

] Ensure that the

“CO Name” is populated for the SIP Trunks.

a1
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@ Users
s PBX Configuration

(3 1.Configuration

O 2.system

I 3.Group

& 4.Extension

& 1.wired Extension

i 1Exension Settings
@ 2FWD/DND
¥ 3.Speed Dial
‘\‘ 4.Flexible Button
#% s.PF Button
[$ 6.NDSS Link Data - Send
4% 7.CLIP ID Table

Outgoing Caller ID
Option 2: Extension Name and DID

z | Extension Settings |

Copyto ) _CLIP Generate )

« Main cup

pt D« pt No Answer Time

uMm Option 2

Option 1

4161231111

4161232222
4161233333
4161234444
4161235555

ALL v

Extension

Extension

Extension

Extension

Extension

Extension

Option 3 Option 4 Option 5 Option 6 Option 7

Option 8

Ensure that the “CLIP ID” is populated for each extension.
(And also the Extension Name).
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»

'&1] Users F
@ PBX Configuration

23 1.Configuration
& 2 System
O 1.pate & Time
J1 2.0perator & BGM
(5 3Timers & Counters
=] 4Week Table
[} 5. Holiday Table
=] & Numbering Plan
J 7.Class of Service

m

=] &.Ring Tone Patterns
‘751 9.System Options
= 10 Extension CID

Incoming Caller ID on Forwarding

System Options

Option 1 Option 2 Option 3 Option 4
D55 Key
D55 key mode for Incoming Call
@ On orFlash & Off

Call Pick-up by D55 key for Direct Incoming Call
@ Enable () Disable
Call Pick-up by D55 key for ICD Group Call
) Enable @ Disable
Automatic Transfer for Extension Call
(7) Enable @ Disabls
Caller Information Display before Call Pick-up

Enable @ Disable

Option 5

Option & (CTI) Option 7 Option & Option 9 Option 99

Send CLIP of CO Caller
when call is transferred to CO (CLIP of Held Party)

@ Enable ) Disable
when call is forwarded to CO

@ Enable © Disable
Send CLIP of Extension Caller
when call is forwarded to CO

@ Enable ) Disable

System Wireless

Out of Range Registration

In order to receive the Caller ID of the original Calling Party on Forwarded Calls,
please enable the following option.

=

s s cxienson ™Y

=] 5.0ptional Device

I 6.Feature

8 71Rs

3 8.aRs

(3 9.Private Network

1 10.CO & Incoming Call
3 11.Maintenance

EL Y TP =

" "Minimum Public Caller ID Digits g

TIE Call by Extension Numbering

@ Enable ") Disable

e

-

Transfer
Automatic Answer for Transferred Call
) Enable @ Disable
Display Information from Mobile Extension (MEX)

when using Automatic Walking COS
@ Extension Number O MEXCLIP

oK ) Cancel

)

Apply

»

m
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(3) Direct Inward Dialing (DID)

Go to [CO & Incoming Call] and select [3.DDI/DID Table]

1 DDI/DID Number: Enter the DDI number in the format (as below)
Example: 416 xxx xxxx

2 DDI/DID Name: Optional

3 DDI/DID Destination: Extension Number, ICDG, Custom Service.
@ users " DDI/DID Table
sPBXConﬁquration . R ) = ) Daatioals Sening)
(I 1.Configuration
(6] 2.System
O 3.Group
G 4’5’“?"““' _ 4161234000 Sales 101 101
5. Optional Device 6471234001 Service 102 102
g :.:eRastune 9051234002 Development 103 103
O 8ARS

@ g.Private Network
& 10c0& Incoming Call
Q{ 1.CO Line Settings
49 2.DIL Table & Port Settings

1
2
3
4
S
6
7
8
9

3
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NS-series internal SIP Trace

* Download an internal SIP Gateway trace:

@ status | V-SIPGW Protocol Trace
@ System Control Protocol Trace is saved as "PRTSIPC".

To obtain it, please use File Transfer PBX to PC feature in the Utility menu.
3¢ Tool File Transfer PBX to PC =

1. click “File Transfer PBX to PC”

D vy
(] 1.Diagnosis
CJ 2File File Transfer PBX to PC 2. search for “PRTSIPC”
(I 3.Log

Time | Size
& 4 Monttor/Trace

PRT
7] 1.1sDN/QSIG Protocol

Trace - PRTSIPC wg 11:01:52 918280 bytes
LBl j"-"GW Protocol 3. select the “PRTSIPC” file
race

_ 4. Click “Transfer”

J 4.CS Status Monitor
(J 5.uM System Trace

Transfer ) Cancel )

¢ Use the “NS Unified Web Maintenance Console to convert the PRTSIPC file into a readable
Wireshark pcap capture. Please note this only captures Signaling and no RTP.

Panasonic B B
NS Unified Web Maintenance Console
About
E E ﬁ PRTSIPC
Connect -C-};1Iir|v.=. MNew -Offline Open -Offline T
Model(C) Mode(M) Mode(O]
: % IP Trace File Converter
Terminal Label IP Terminal(T) Database _> File name: | C: Wsers|Peskiop PRTSIPC [m
Print(P) Converter(D)
ﬂ - | ok || cancelig |

IP Trace File
Converter(R)

010101
9 011010 )
Others(H) 011100

PRTSIPC.pcap

VoIP Test Tool(V) Options(T)
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* Downloading an internal SIP Gateway trace in the NSX series is available in the same method as
the NS series described on the previous page.

@ Status

% System Control
@ Tool

@ Utility

& 1.Diagnosis
(3 2 File
] 3.Log

= 4 MonitorTrace

"] 1.130N/QSIG Protocol
Trace

Il 2v-PGw Protocal
Trace

7 3.\v-sIPGW Protocol
Trace

[ 4.cs Status Monitor

F.. 5Fax - Protocol Trace

B 6.Fax - Task
Sequence Trace

& 7um System Trace
(Internal)

1=} 8T1/E1 Signaling Bit
Monitor

17 9 T1/E1 Line Trace

2] 111P Traffic Monftor

& 12 System Resource
-

Snapshot_20190628-141358.zip

Packet Trace

Type : | Signalling

Status : Running

Monitor

@ Enable

n Snapshot (File Folder) Create DateTime

Snapshot_20150628-141358

NSX-series internal SIP Trace

1. Select “Signaling”

2. Select “Enable” and click Apply

Move to NAS ) MovetoUSB ) File List View ) )

==

OK ) Cancel )

3. Click “Create Current Snapshot”

4. Select the “Snapshot”

5. Click on “File List View”,
then click the “Download” button
to save the pcap file

6. The password to uncompress
the .zip file is “NSX_123456"

Snapshot_20190628-141358.pcap




Port Forward

Please ensure the following Port Forwarding is in place in the customer’s Router:

¢ Panasonic SIP Server 199.48.100.2 (5060) forwarded to the PBX IP Address (35060) ; protocol UDP.

* Panasonic SIP Server 199.48.100.2 forwarded to the DSP IP Address (see below table for RTP port range) ; protocol UDP.

Model Protocol Range of Port Number (WAN) Destination

16000-16511 (UDP) DSP #1, IP Address 1
16512-17023 (UDP) DSP #1, IP Address 2

NS RTP
17024-17535 (UDP) DSP #2, IP Address 1
17536-18047 (UDP) DSP #2, IP Address 2
21000-21511 (UDP) DSP #1, IP Address 1
21512-22023 (UDP) DSP #1, IP Address 2
22024-22535 (UDP) DSP #2, IP Address 1

Primary RTP
22536-23047 (UDP) DSP #2, IP Address 2
23048-23559 (UDP) DSP #3, IP Address 1
23560-24071 (UDP) DSP #3, IP Address 2

NSX

24072-24583 (UDP) DSP #1, IP Address 1
24584-25095 (UDP) DSP #1, IP Address 2
25096-25607 (UDP) DSP #2, IP Address 1

Secondary RTP
25608-26119 (UDP) DSP #2, IP Address 2
26120-26631 (UDP) DSP #3, IP Address 1
26632-27143 (UDP) DSP #3, IP Address 2

@ Users | Shelf Property - Virtual SIP Gateway

@ PBX Configuration

NAT Traversal 3 NAT Traversal 4 NAT Traversal 5 NAT Traversal 6

& 1.configuration

E= 1.Sht

71 2.Portable Station
=] 3.0ption

2 4.Clock Priority
(3 5.0sP Resources

« Timer NAT Traversal 1 NAT Traversal 2

SIP Called Party Number Check Ability
SIP Called Party Number Search Mode

Symmetric Response Routing Ability

: | Disable(Low->High)

[~]
- Mode1 [=]
[~]

:| Enable

@ Users
@ PBX Configuration

(& 1.Configuration

Shelf Property - Virtual SIP Gateway

£= 1.Sht

4% 2.Portable Station
=] 3.0ption
2 4.Clock Priority

(J 5.DSP Resources

« Main Timer NAT Traversal 1 NAT Traversal 2

Name

NAT Traversal

NAT - Keep Alive Packet Sending Ability

NAT Traversal 3 NAT Traversal 4 NAT Traversal 5

off [=]
16000 :
e s

End of document

-17-

NAT Traversal 6




